AVT

Audio
Video
Technologies

MAGIC AC1

Quick Guide

Version 5.100 (23.01.2018)

Telefon
E-Mail

+49 911 5271-110
support@avt-nbg.de




MAGIC AC

New features in Versio

VLAN

Secure Streaming
SIP Proxy Server support
Hiding Predefined Transmission Modes
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MAGIC ACL1 supports IEEE 802.1Q virtual
LANS.

The checkbox “VLAN” enables or disables
VLAN globally.

Every service / protocol in the table can be
assigned to a VLAN.

TPID

= none: This service / protocol is not assigned to a
VLAN

* 802.1Q Tag: This service / protocol is assigned to
a VLAN

Priority

« Priority level of the service /protocol in a VLAN
from O (lowest) to 7 (highest).

VID

* VLAN identifier. Specifies the VLAN to which the
service / protocol belongs.
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- Dperation Settings
.. Line Interface
- LAM

- IR

- Data Interface
- Backup

e SECLFTY

[~ Relay F TTL

[=- Transmizsion

£ Pre Defined

L 1SDM Auto Modes
L. SIP Auto Modes
[#- User Defined

[=]- Systern Settings

- Feneral

- Audio Interface

- Headset Interface

. LAM Interface

. MTP

. |5DM Rernote Control
- SMMAP Parameters

. [+

- Quick Dia

.. PC Software

- Date and Tirme

YLAN

[ WLAM [ for LAN 1 only )

i ]

Service
Cantral
SIPAolPAAclP
NTF

SNMP

SMNMP MRS 1
SNMP HMS 2
SNMP M5 3
SNMP HMS 4

IP Leazed Line Secure Stream & [7)

TFID
802.10Tag
B0210Tag
none
nare
none
none
none
none

nare

Priority
3 [Excellent Effort)
E [Waice]

YID [12-Bit)

*|1

|2

[*) W¥LAM for IP Leased Line Secure Stream 2 iz only used when Secure Steam 1 has a different destination than Stream 21

Modification of the WLAN parameters may intermupt the connection to the PC!

Cahcel Apply How
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VLANSs usually have their
own subnets. Therefore a

second and third IP

address along with subnet
mask and gateway can be

configured.

Assign the IP address to a
service / protocol on the
configuration page of the

service / protocol.

AVT

Audio
Video
Technologies

Configuration

- Operation Settings
.. Line Interface
- L&aM
- BIP
.. Data Interface
- Backup
- BECUNIEY
- Relay FTTL
[=- Transmission
£} Pre Defined
L 1SDM Buto Modes
. SIP Buto Modes
- User Defined
=]+ Systermn Settings
- General
- Audio Interface
.. Headset Interface
W LAM Interface
- MTP
- |SDM Rernote Control
- EMBAP Pararmeters
- WLAN
. QJuick Dial
.. PC Software
- Date and Time

LAN Interface

L&A1

Prirmary IP Address
[JUse DHCP
IP &ddress:

Subnet Mask:
Default Gateway:

DMS5 Server:

Ethemet Speed:

Port Addresses
Control Port 1:
Contral Port 2:

Audio Port:
Trusted IP Metworks

Metwork 1:
Metwark, 2:
Metwark, 3:

172.20.40.55

|255.255.00

1722011

(1722011

Auto

10000

1000

5004

IP Address

Subnket Maszk

Second IP Address

Third IP &ddress

17210118 | [1725131.74 |
|2g5.255. 255,240 | |mazE26 252 |
|1?2.1u.1.1? | |1?2.5.131.?3 |

Enable Remate Contral fram non-local and non-truzted networks [Femote login password is needed for access|

Carcel

Apply How




Configuration

Secure streaming makes the audio streaming

between AVT Codecs more resilient by - Operation Seftings LAN

.. Line Interface

sending a duplicate of the stream.

I LaM Parameters

-~ Data Interface Decoder Buffer Mode: Automatic -
The second stream can be sent over a Rie
d|ffe|’ent network V|a VLAN [#- Relay f TTL Encoder Packet Size: . 20 mzec

Enable secure streaming for encoder to
activate the duplicate stream.

- L&M Transrmission Modes
=) System Settings

- General

- Audio Interface

.. Headset Interface

- L&M Interface

Femate IF Address: |1?2.20.4D.50

Secure Streaming

Enable Secure Streaming for encoder

Enable secure streaming for decoder to set e e I Enable Seours Streaming for decoder
up the internal buffer management for AN Second Remote [P Address: | LAM 117210118 ~ | [172101.19
receiving duplicate streams. o St Delay f S0

Second Remote IP Address:

Select a subnet from the drop down menu. Either
the primary IP address or the second or third if
VLAN is enabled for secure stream 2.

Enter the IP address of the remote codec.

The second stream can be delayed up to 500
ms, increasing the overall transmission delay
accordingly.
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Multicast Reception

Quality of Service [DiffSery)

Yoice: [0.255] EF DSCP: 46dec

SET DEFAULT
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Secure streaming makes the
audio streaming between AVT
Codecs more resilient by
sending a duplicate of the
stream.

Enable secure streaming in the
transmission mode settings.

The second stream can be
delayed up to 500 ms,
iIncreasing the overall
transmission delay accordingly.

The settings are valid for both
directions of the connection.
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Configuration

=)

—- Dperation Settings
.. Line Interface
- L&aM

- BIP

... Data Interface
- Backup

- BECUNIEY

41 Relay / TTL
ransmission

= P_re Defined

- 13DM Suto Mades
[ <iP Auto Modes

+- User Defined

|- Systern Settings

- General

- Audio Interface

.. Headset Interface
. LAM Interface

- MTP

- |SDM Rernote Control
- EMBAP Pararmeters
- WLAN

. QJuick Dial

.. PC Software

- Date and Time

SIP Auto Modes

General

[J Encoder follows Dec

MFEG Mode
Mode : MPEG

Data Rate: 128 kB

Rermnaote GPIO
Mode: uli}

Secure Streaming
Mode: On

Delay:

Audio Headroom

ader on incaring calls

Layer 3 “ | | Steren

it/s ~

I case of Moo use [L+R) /2

~ | |48 kHz ~

. 500 msec
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C1 XIP now

ts SIP accounts,
ed through a proxy
er.
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Configuration

- Cperation Settings
wLine Interface

-Data Interface
-Backup

-Security
[#-Pelay A TTL

= Transmission

--F're Defined

[i]- User Defined

[=) Systern Settings

- Feneral

- Adio Interface

- Headset Interface
. LAM Interface

- MNTP

- |5DM Rermote Contral
- SMMP Pararmeters
LA

.. Quick Dial

- PC Software

- Date and Time

SIP

SIP Parameters

[ Uze STUM Server

HAT Keep Alive Message Time: B0

Registration Time:

Uger Mame: |DS‘I 15271110

Uzer Authentication: | accauntEprovider de

SIF Password: |nunu |
SIP Server |registlar.de |
Proxy Server. |pro:<y.provider.de | —
STUN Server: |stun.pl0\rider.de |
Prafix Mumnber

Length of Intemal Telephone Mumbers:
External Prefis Mumber:

]

[ Skip Prefis Mumber on Incoming Cal

0K | | Cancel || Apply How

SIP - Proxy-Server




Configuration

- Operation Settings Transmission

PC software and front
display always show the Sy

[J Load Transmission Maode from Telephone Book entry an incoming call
.. Data Interface

. I [] Disable Default Call Mode Selection "'Telephone
defau It transm ISSIOn Backup [] Disable Defaulk Call Mode Selection '7-kHz"

- BECUNIEY

13 11 11 +- Relay £ TTL [[] Disable Default Call Mode Selection "aUTO"
mOdeS Telephone 7— = rarr.-'-rni-.a-.—'-i-:un
) —- Pre Defined Audio Mode after Disconnect
13DM Auto Modes Conmection 1

kHZ” and “AUTO”. i SIP Suto Modes Made: OFF -

+- User Defined

|- Systern Settings
- General Audio Mode after Power Up
Connection 1

The page “Transmission” .

offers the option to disable

these default modes

- Quick Dial

.. PC Software

Individually, thus hiding
them from GUI and front
display.

Cancel Apply How
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